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Ethernet Overhead Total
Codec Bit Rate
Bandwidth Bandwidth
G.711 64 kbps 31.2 kbps 95.2 kbps
G.723 6.3 kbps 31.2 kbps 37.5 kbps
G.729 8 kbps 31.2 kbps 39.2 kbps
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VPS = MLPPP + PH + PS ®)

T VPS Avvinavouiinina 1assan (Voice Packet Size) 1178 Bytes
MLPPP /e Multilink Point to Point Protocol Y119 6 Bytes
PH fi® IP/UDP/RTP Protocol Header Y117 2 Bytes
PS AR IMIAT YR 1aude (Payload Size) 111470 Bytes
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VPS (bits) = VPS (Bytes) x 8 bits 4)
VPPS (pps) = BitRate / PS (bits) (5)
PS (bits) = PS (Bytes) x 8 bits 6
BPC = VPS (bits) x VPPS ( pps) @)
Tag VPPS: Voice Packet per second 11178 pps (Packet per second)

BPC: Bandwidth per Call #1478 kbps

MINN 4 uaasuinauinna lagTINYeLAazINATTIY
Codec Munnaumsh (3) uazaA1 Bandwidth per Call A1U7BI1N

aumsi (7)

@157199 4 A1 Voice Packet Size 1182 f11 Bandwidth per Call 91nmMsfuim

Payload Voice Voice Bandwidth/
Codec
Size Packet Size | Packet/Sec. Call
G.711 160 Bytes 168 Bytes 50 pps 67.05 kbps
G.723 24 Bytes 32 Bytes 32.8125 pps 8.4 kbps
G.729 20 Bytes 28 Bytes 50 pps 11.2 kbps
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